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DETAILED ACTION 

1 . This action is in response to the original application filed on 1 1/18/2003. 



2. Claims 1-40 are currently pending in this application. Claims 1 , 1 1 , 21 , 28, 31 , 
and 36 are independent claims. 



Priority 

3. Applicant's claim for the benefit of a prior-filed application under 35 U.S.C. 1 1 9(e) 
or under 35 U.S.C. 120, 121 , or 365(c) is acknowledged. 



Double Patenting 

4. A rejection based on double patenting of the "same invention" type finds its 
support in the language of 35 U.S.C. 101 which states that 'NA^hoever invents or 
discovers any new and useful process ... may obtain a patent therefor ..." (Emphasis 
added). Thus, the term "same invention," in this context, means an invention drawn to 
identical subject matter. See Miller v. Eagle Mfg. Co., 151 U.S. 186 (1894); In re 
Ockert, 245 F.2d 467, 114 USPQ 330 (CCPA 1957); and In re Vogel, 422 F.2d 438, 164 
USPQ 619 (CCPA 1970). 

A statutory type (35 U.S.C. 101) double patenting rejection can be overcome by 
canceling or amending the conflicting claims so they are no longer coextensive in 
scope. The filing of a terminal disclaimer cannot overcome a double patenting rejection 
based upon 36 U.S.C. 101. 

5. Claims 1-40 are provisionally rejected under 35 U.S.C. 101 as claiming the same 
invention as that of claims 1-40 of copending Application No. 10/725597. This is a 
provisional double patenting rejection since the conflicting claims have not in fact been 



patented. 
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Claim Objections 

6. Claim 21 is objected to because it recites the limitation "quantized data in tlie 
base layer". There is insufficient antecedent basis for this limitation in the claim. There is 
no previous mention of a "base layer". Appropriate correction is required. 

Claim Rejections - 35 USC § 101 

7. 35 U.S.C. 101 reads as follows: 

Whoever invents or discovers any nevt^ and useful process, machine, manufacture, or composition of 
matter, or any new and useful improvement thereof, may obtain a patent therefor, subject to the 
conditions and requirements of tfiis title. 

8. Claims 36-40 are rejected under 35 U.S.C. 101 the claimed invention is directed 
to non-statutory subject matter. The claims recite a processor implementing a method. 
A processor executing a method that is not tangibly embodied on a computer readable 
medium is non-statutory subject matter. 

Claim Rejections - 35 USC § 103 

9. The following is a quotation of 35 U.S.C. 1 03(a) which forms the basis for all 
obviousness rejections set forth in this Office action: 

(a) A patent may not be obtained though the invention is not identically disclosed or described as set 
forth in section 102 of this title, if the differences between the subject matter sought to be patented and 
the prior art are such that the subject matter as a whole would have been obvious at the time the 
invention was made to a person having ordinary skill in the art to which said subject matter pertains. 
Patentability shall not be negatived by the manner in which the invention was made. 
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10. Claims 1-40 are rejected under 35 U.S.C. 103(a) as being unpatentable over 
PARK et al. (Patent No.: US 6,529,604) in view CHEN et al. (Patent No.: US 
6,263,022). 

1 1 . Regarding claim 1, PARK teaches a method for processing audio signals 
("encode and decode scalable stereo digital audio data", column 6, lines 53-54) 
comprising: 

quantizing the audio signals in spectral lines into quantized data in a plurality of 
sub-bands ("quantizing portion 160 scalar-quantlzes the frequency signals of each 
band", column 7, lines 65-66) in an order of most significant bits to least significant bits 
("ranging from the MSB sequences to the LSB sequences", column 8, lines 23-24); 

determining a plurality of scale factors corresponding to each of the sub-bands 
("scale factors for the respective scale factor bands'... are generated", column 9, lines 
45-47) according to respective noise tolerance of each of the sub-bands ("so that the 
magnitude of the quantization noise of each scale factor band is smaller than the 
masking threshold", column 9, lines 42-43); 

coding the quantized data ("bitstream forming portion 180 generates bitstreams", 
column 8, line 33); and 

truncating the quantized data (""bitstreams of lower bitrate", column 8, line 39). 

However PARK does not disclose bit shifting the quantized data. 

In the same field of scalable coding, CHEN teaches bit shifting the quantized 
data in the sub-bands ("perform bitplane shifting of frequency domain coefficients", 
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column 6, lines, 36-37) by the respective scale factors ("shifting factors are determined 
solely as a function of the base layer", column 7, lines 30-31 , where "the shifting factor 
acts similarly to the quantization step size used in the base layer", column 7, lines 49- 
50) if they exceed a threshold value ("by identifying blocks or macroblocks that have ... 
high quantization enrors, and the like", column 6, lines 60-62). 

Therefore, it would have been obvious to a person of ordinary skill in the art at 
the time the invention was made to use the bit shifting method of CHEN with the 
scalable coding method of PARK in order to give important parts of the signal "higher 
priority in the encoding process" (CHEN, column 2, lines 65-66) which improves the 
signal's quality (see CHEN, column 7, lines 4 and PARK, column 12, line 65). 

12. Regarding claim 2, PARK further teaches: 

de-quantizing the coded data ("inverse quantizing portion 320 restores the 
decoded scale factor and quantized data into signals having the original magnitudes", 
column 9, lines 21-23); and 

decoding the coded data ("bit-sliced arithmetic decoding portion 310 decodes 
side information and bit-sliced quantized data", column 8, lines 62-63). 

However PARK does not disclose de-shifting the coded data. 

In the same field of scalable coding, CHEN teaches de-shifting the coded data 
("bit-planes are shifted only downward in the video decoder", column 13, lines 30-31). 

Therefore, it would have been obvious to a person of ordinary skill in the art at 
the time the invention was made to use the bit shifting method of CHEN with the 
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scalable coding method of PARK in order to give important parts of the signal "higher 
priority in the encoding process" (CHEN, column 2, lines 66-66) which improves the 
signal's quality (see CHEN, column 7, lines 4 and PARK, column 12, line 65). 

1 3. Regarding claim 3, PARK further teaches: 

amplifying the quantized data with the respective scale factors ("quantizing 
portion 160 scalar-quantizes the frequency signals of each band so that the magnitude 
of the quantization noise of each band is smaller than the masking threshold", column 7, 
lines 65-67); and 

de-amplifying the decoded data with the respective scale factors ("inverse 
quantizing portion 320 restores the decoded scale factor and quantized data into signals 
having the original magnitudes", column 9, lines 21-23). 

14. Regarding claim 4, PARK further teaches determining a difference of the 
quantized data and the de-quantized data ("difference between the predicted value and 
the actual frequency component is quantized and coded", column 7, lines 47-49). 

1 5. Regarding claim 5, PARK further teaches coding the quantized data in a base 
layer and an enhancement layer ("after the coding of the base layer is completed, the 
side information for the next enhancement layer and the quantized values of audio data 
are coded", column 8, lines 28-31). 
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16. Regarding claim 6, PARK further teaches truncating the quantized data in the 
enhancement layer up to respective layer size limits ("remaining quantized data 
uncoded due to a layer size limit", column 6, lines 16-17). 

1 7. Regarding claim 7, PARK further teaches arithmetically coding the quantized 
data ("bit-sliced data are arithmetic-coded", column 11, lines 15-16). 

1 8. Regarding claim 8, PARK further teaches determining the scale factors by 
psychoacoustics ("so that the magnitude of the quantization noise of each scale factor 
band is smaller than the masking threshold", column 9, lines 42-43). 

1 9. Regarding claim 9, PARK further teaches converting the audio signals from a 
time domain to a frequency domain ("time/frequency mapping portion 100 converts 
input audio signals of a temporal domain in to audio signals of a frequency domain", 
column 7, lines 23-25). 

20. Regarding claim 10, PARK further teaches converting the decoded data from a 
frequency domain to a time domain ("frequency/time mapping portion 370 converts 
inversely quantized signals into signals of a temporal domain", column 9, lines 24-25). 
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21 . Regarding claim 1 1 , PARK teaclies a system having an encoder and decoder 
processing audio signals ("encode and decode scalable stereo digital audio data", 
column 6, lines 53-54) comprising: 

an encoder ("encoding apparatus", column 6, line 64) including 

a quantizer quantizing the audio signals in spectral lines into quantized 
data in a plurality of sub-bands ("quantizing portion 160 scalar-quantizes the frequency 
signals of each band", column 7, lines 65-66) in an order of most significant bits to least 
significant bits ("ranging from the MSB sequences to the LSB sequences", column 8, 
lines 23-24); 

a psychoacoustic model determining a plurality of scale factors 
corresponding to each of the sub-bands ("scale factors for the respective scale factor 
bands... are generated", column 9, lines 45-47) according to respective noise tolerance 
of each of the sub-bands ("so that the magnitude of the quantization noise of each scale 
factor band is smaller than the masking threshold", column 9, lines 42-43); 

a coder coding the quantized data ("bitstream forming portion 180 
generates bitstreams", column 8, line 33); 

a de-quantlzer de-quantizing the quantized data ("inverse quantizing 
portion 320 restores the decoded scale factor and quantized data into signals having 
the original magnitudes", column 9, lines 21-23); 

a subtracter taking a difference of the quantized data and the de- 
quantized data ("difference between the predicted value and the actual frequency 
component is quantized and coded", column 7, lines 47-49); and 
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a bit slicer coding ("bit-sliced arithmetic coding portion 170", column 8, line 
16) and truncating the difference (""bitstreams of lower bitrate", column 8, line 39). 
However PARK does not disclose a bit shifter. 

In the same field of scalable coding, CHEN teaches a bit shifter shifting the 
difference in the sub-bands ("perform bitplane shifting of frequency domain coefficients", 
column 6, lines, 36-37) by the respective scale factors ("shifting factors are determined 
solely as a function of the base layer", column 7, lines 30-31 , where "the shifting factor 
acts similarly to the quantization step size used in the base layer", column 7, lines 49- 
50) if they exceed a threshold value ("by identifying blocks or macroblocks that have ... 
high quantization errors, and the like", column 6, lines 60-62). 

Therefore, it would have been obvious to a person of ordinary skill in the art at 
the time the invention was made to use the bit shifting method of CHEN with the 
scalable coding method of PARK in order to give important parts of the signal "higher 
priority in the encoding process" (CHEN, column 2, lines 65-66) which improves the 
signal's quality (see CHEN, column 7, lines 4 and PARK, column 12, line 65). 

22. Regarding claim 12, PARK further teaches: 

a decoder having a scale factor decoder decoding the scale factors ("inverse 
quantizing portion 320 restores the decoded scale factor and quantized data into signals 
having the original magnitudes", column 9, lines 21-23); 
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a spectrum decoder decoding tlie quantized data ("inverse quantizing portion 320 
restores the decoded scale factor and quantized data into signals having the original 
magnitudes", column 9, lines 21-23); and 

a decoder decoding the coded data ("bit-sliced arithmetic decoding portion 310 
decodes side information and bit-sliced quantized data", column 8, lines 62-63). 

However PARK does not disclose a de-shifter de-shifting the coded data. 

In the same field of scalable coding, CHEN teaches a de-shifter de-shifting the 
coded data ("bit-planes are shifted only downward in the video decoder", column 1 3, 
lines 30-31). 

Therefore, it would have been obvious to a person of ordinary skill in the art at 
the time the invention was made to use the bit shifting method of CHEN with the 
scalable coding method of PARK in order to give important parts of the signal "higher 
priority in the encoding process" (CHEN, column 2, lines 65-66) which improves the 
signal's quality (see CHEN, column 7, lines 4 and PARK, column 12, line 65). 

23. Regarding claim 13, PARK further teaches a filter converting the quantized data 
from a time domain to a frequency domain ("time/frequency mapping portion 100 
converts input audio signals of a temporal domain in to audio signals of a frequency 
domain", column 7, lines 23-25). 

24. Regarding claim 14, PARK further teaches a filter converting the decoded data 
from a frequency domain to a time domain ("frequency/time mapping portion 370 
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converts inversely quantized signals into signals of a temporal domain", column 9, lines 
24-25). 

25. Regarding claim 15, PARK further teaches an adder adding the decoded data 
("predicted signal is added with a difference signal decoded by the bitstream analyzing 
portion 300", column 9, lines 7-8). 

26. Regarding claim 16, PARK further teaches that the quantized data are amplified 
("quantizing portion 160 scalar-quantizes the frequency signals of each band so that the 
magnitude of the quantization noise of each band is smaller than the masking 
threshold", column 7, lines 65-67) and, the decoded data de-amplified, with the 
respective scale factors ("inverse quantizing portion 320 restores the decoded scale 
factor and quantized data into signals having the original magnitudes", column 9, lines 
21-23). 

27. Regarding claim 17, PARK further teaches a bit slice arithmetic encoder coding 
the quantized data ("bit-sliced data are arithmetic-coded", column 11, lines 15-16). 

28. Regarding claim 18, PARK further teaches that the system is implemented in an 
additive fine granularity scalability structure ("fine granule scalability can be 
implemented", column 12, line 65). 
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29. Regarding claim 19, CHEN further teaches that the least significant bits are 
discarded after the bit shifting (this is inherent in bit shifting, as there are no longer bits 
in the least significant places to code, see column 3, lines 9-1 1 ). 

30. Regarding claim 20, PARK further teaches that the quantized difference is coded 
in a base layer and an enhancement layer ("after the coding of the base layer is 
completed, the side information for the next enhancement layer and the quantized 
values of audio data are coded", column 8, lines 28-31), and the quantized difference in 
the enhancement layer is truncated up to respective layer size limits ("remaining 
quantized data uncoded due to a layer size limit", column 6, lines 16-17). 

31 . Regarding claim 21, PARK teaches a method for processing audio signals 
("encode and decode scalable stereo digital audio data", column 6, lines 53-54) 
comprising: 

quantizing the audio signals in spectral lines into quantized data in a plurality of 
sub-bands ("quantizing portion 160 scalar-quantizes the frequency signals of each 
band", column 7, lines 65-66) in an order of most significant bits to least significant bits 
("ranging from the MSB sequences to the LSB sequences", column 8, lines 23-24); 

determining a plurality of scale factors corresponding to each of the sub-bands . 
("scale factors for the respective scale factor bands... are generated", column 9, lines 
45-47) according to respective noise tolerance of each of the sub-bands ("so that the 
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magnitude of the quantization noise of each scale factor band is smaller than the 
masking threshold", column 9, lines 42-43); 

coding the quantized data in the base layer ("coding of the base layer", column 8, 
lines 28-29); and 

truncating the quantized data (""bitstreams of lower bitrate", column 8, line 39). 

However PARK does not disclose bit shifting the quantized data. 

In the same field of scalable coding, CHEN teaches bit shifting the quantized 
data in the sub-bands ("perform bitplane shifting of frequency domain coefficients", 
column 6, lines, 36-37) by the respective scale factors ("shifting factors are determined 
solely as a function of the base layer", column 7, lines 30-31 , where "the shifting factor 
acts similarly to the quantization step size used in the base layer", column 7, lines 49- 
50) if they exceed a threshold value ("by identifying blocks or macroblocks that have ... 
high quantization errors, and the like", column 6, lines 60-62). 

Therefore, it would have been obvious to a person of ordinary skill in the art at 
the time the invention was made to use the bit shifting method of CHEN with the 
scalable coding method of PARK in order to give important parts of the signal "higher 
priority in the encoding process" (CHEN, column 2, lines 65-66) which improves the 
signal's quality (see CHEN, column 7, lines 4 and PARK, column 12, line 65). 



32. Regarding claim 22, PARK further teaches: 
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de-quantizing the coded data ("inverse quantizing portion 320 restores the 
decoded scale factor and quantized data into signals having the original magnitudes", 
column 9, lines 21-23); and 

decoding the coded data ("bit-sliced arithmetic decoding portion 310 decodes 
side information and bit-sliced quantized data", column 8, lines 62-63). 

However PARK does not disclose de-shifting the coded data. 

In the same field of scalable coding, CHEN teaches de-shifting the coded data 
("bit-planes are shifted only downward in the video decoder", column 13, lines 30-31). 
Therefore, it would have been obvious to a person of ordinary skill in the art at the time 
the invention was made to use the bit shifting method of CHEN with the scalable coding 
method of PARK in order to give important parts of the signal "higher priority in the 
encoding process" (CHEN, column 2, lines 65-66) which improves the signal's quality 
(see CHEN, column 7, lines 4 and PARK, column 12, line 65). 

33. Regarding claim 23, CHEN further teaches discarding the least significant bits 
after the bit shifting (this is inherent in bit shifting, as there are no longer bits in the least 
significant places to code, see CHEN, column 3, lines 9-1 1 ). 

34. Regarding claim 24, PARK further teaches: 

coding the quantized data in a base layer and an enhancement layer ("after the 
coding of the base layer is completed, the side information for the next enhancement 
layer and the quantized values of audio data are coded", column 8, lines 28-31); and 



Application/Control Number: 10/714,617 Page 15 

Art Unit: 2626 

truncating the quantized data in the enhancement layer up to respective layer 
size limits ("remaining quantized data uncoded due to a layer size limit", column 6, lines 
16-17). 

35. Regarding claim 25, PARK further teaches arithmetically coding the quantized 
data ("bit-sliced data are arithmetic-coded", column 11, lines 15-16). 

36. Regarding claim 26, PARK further teaches determining the scale factors by 
psychoacoustics ("so that the magnitude of the quantization noise of each scale factor 
band is smaller than the masking threshold", column 9, lines 42-43). 

37. Regarding claim 27, PARK further teaches that method is implemented in an 
additive fine granularity scalability structure ("fine granule scalability can be 
implemented", column 12, line 65). 

38. Regarding claim 28, PARK teaches a system having an encoder and decoder 
processing audio signals ("encode and decode scalable stereo digital audio data", 
column 6, lines 53-54) comprising: 

an encoder ("encoding apparatus", column 6, line 64) further comprising 

a quantizer quantizing the audio signals in spectral lines into quantized 
data in a plurality of sub-bands ("quantizing portion 160 scalar-quantizes the frequency 
signals of each band", column 7, lines 65-66) in an order of most significant bits to least 



Application/Control Number: 1 0/71 4,61 7 Page 1 6 

Art Unit: 2626 

significant bits ("ranging from tlie MSB sequences to tlie LSB sequences", column 8, 
lines 23-24); 

a psychoacoustic model determining a plurality of scale factors 
corresponding to each of the sub-bands ("scale factors for the respective scale factor 
bands... are generated", column 9, lines 45-47) according to respective noise tolerance 
of each of the sub-bands ("so that the magnitude of the quantization noise of each scale 
factor band is smaller than the masking threshold", column 9, lines 42-43); 

a bit slicer coding ("bit-sliced arithmetic coding portion 170", column 8, line 
18) and truncating the difference (""bitstreams of lower bitrate", column 8, line 39). 
However PARK does not disclose a bit shifter. 

In the same field of scalable coding, CHEN teaches a bit shifter shifting the 
quantized data in the sub-bands ("perform bitplane shifting of frequency domain 
coefficients", column 6, lines, 36-37) by the respective scale factors ("shifting factors are 
determined solely as a function of the base layer", column 7, lines 30-31 , where "the 
shifting factor acts similarly to the quantization step size used in the base layer", column 
7, lines 49-60) if they exceed a threshold value ("fay identifying blocks or macroblocks 
that have ... high quantization errors, and the like", column 6, lines 60-62). 

Therefore, it would have been obvious to a person of ordinary skill in the art at 
the time the invention was made to use the bit shifting method of CHEN with the 
scalable coding method of PARK in order to give important parts of the signal "higher 
priority in the encoding process" (CHEN, column 2, lines 65-66) which improves the 
signal's quality (see CHEN, column 7, lines 4 and PARK, column 12, line 65). 
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39. Regarding claim 29, PARK further teaclies a decoder comprising: 

a scale factor decoder decoding tlie scale factors ("inverse quantizing portion 
320 restores the decoded scale factor and quantized data into signals having the 
original magnitudes", column 9, lines 21-23); 

a spectrum decoder decoding the quantized data ("inverse quantizing portion 320 
restores the decoded scale factor and quantized data into signals having the original 
magnitudes", column 9, lines 21-23); and 

a decoder decoding the coded data ("bit-sliced arithmetic decoding portion 310 
decodes side information and bit-sliced quantized data", column 8, lines 62-63). 

However PARK does not disclose a de-shifter de-shifting the coded data. 

In the same field of scalable coding, CHEN teaches a de-shifter de-shifting the 
coded data ("bit-planes are shifted only downward in the video decoder", column 13, 
lines 30-31). 

Therefore, it would have been obvious to a person of ordinary skill in the art at 
the time the invention was made to use the bit shifting method of CHEN with the 
scalable coding method of PARK in order to give important parts of the signal "higher 
priority in the encoding process" (CHEN, column 2, lines 65-66) which improves the 
signal's quality (see CHEN, column 7, lines 4 and PARK, column 12, line 65). 
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40. Regarding claim 30, PARK further teaches that the system is implemented in 
MPEG-4 bit slice arithmetic coding ("bit-sliced arithmetic coding technique", column 6, 
lines 54-55). 

41 . Regarding claim 31 , PARK teaches a method for processing audio signals 
("encode and decode scalable stereo digital audio data", column 6, lines 53-54) 
comprising: 

quantizing the audio signals in spectral lines into quantized data in a plurality of 
sub-bands ("quantizing portion 160 scalar-quantizes the frequency signals of each 
band", column 7, lines 65-66) in an order of most significant bits to least significant bits 
("ranging from the MSB sequences to the LSB sequences", column 8, lines 23-24); 

determining a plurality of scale factors corresponding to each of the sub-bands 
("scale factors for the respective scale factor bands... are generated", column 9, lines 
45-47) according to respective noise tolerance of each of the sub-bands ("so that the 
magnitude of the quantization noise of each scale factor band is smaller than the 
masking threshold", column 9, lines 42-43); 

de-quantizing the coded data ("inverse quantizing portion 320 restores the 
decoded scale factor and quantized data into signals having the original magnitudes", 
column 9, lines 21-23); 

coding ("bit-sliced arithmetic coding portion 170", column 8, line 18) and 
truncating the quantized difference (""bitstreams of lower bitrate", column 8, line 39). 

However PARK does not disclose bit shifting. 
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In the same field of scalable coding, CHEN teaches bit shifting the difference in 
the sub-bands ("perform bitplane shifting of frequency domain coefficients", column 6, 
lines, 36-37) by the respective scale factors ("shifting factors are determined solely as a 
function of the base layer", column 7, lines 30-31 , where "the shifting factor acts 
similarly to the quantization step size used in the base layer", column 7, lines 49-50) if 
they exceed a threshold value ("by identifying blocks or macroblocks that have ... high 
quantization errors, and the like", column 6, lines 60-62). 

Therefore, it would have been obvious to a person of ordinary skill in the art at 
the time the invention was made to use the bit shifting method of CHEN with the 
scalable coding method of PARK in order to give important parts of the signal "higher 
priority in the encoding process" (CHEN, column 2, lines 65-66) which improves the 
signal's quality (see CHEN, column 7, lines 4 and PARK, column 12, line 65). 

42. Regarding claim 32, PARK further teaches: 

decoding the coded data ("bit-sliced arithmetic decoding portion 310 decodes 
side information and bit-sliced quantized data", column 8, lines 62-63). 

However PARK does not disclose de-shifting the coded data. 

In the same field of scalable coding, CHEN teaches de-shifting the coded data 
("bit-planes are shifted only downward in the video decoder", column 13, lines 30-31). 
Therefore, it would have been obvious to a person of ordinary skill in the art at the time 
the invention was made to use the bit shifting method of CHEN with the scalable coding 
method of PARK in order to give important parts of the signal "higher priority in the 
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encoding process" (CHEN, column 2, lines 65-66) which improves the signal's quality 
(see CHEN, column 7, lines 4 and PARK, column 12, line 65). 

43. Regarding claim 33, PARK further teaches: 

amplifying the quantized data with the respective scale factors ("quantizing 
portion 160 scalar-quantizes the frequency signals of each band so that the magnitude 
of the quantization noise of each band is smaller than the masking threshold", column 7, 
lines 65-67); and 

de-amplifying the decoded data with the respective scale factors ("inverse 
quantizing portion 320 restores the decoded scale factor and quantized data into signals 
having the original magnitudes", column 9, lines 21-23). 

44. Regarding claim 34, PARK further teaches arithmetically coding the quantized 
data ("bit-sliced data are arithmetic-coded", column 11, lines 15-16). 

45. Regarding claim 35, CHEN further teaches that the least significant bits, after bit 
shifting, are discarded (this is inherent in bit shifting, since there are no longer bits in the 
least significant places to code, see CHEN, column 3, lines 9-11). 

46. Regarding claim 36, PARK teaches a processor processing audio signals in an 
order of most significant bits to least significant bits ("coded in the order ranging from 
the MSB sequences to the LSB sequences", column 8, lines 23-24) comprising: 
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a psychoacoustic model determining a plurality of scale factors corresponding to 
each of the sub-bands ("scale factors for the respective scale factor bands... are 
generated", column 9, lines 45-47) according to respective noise tolerance of each of 
the sub-bands ("so that the magnitude of the quantization noise of each scale factor 
band is smaller than the masking threshold", column 9, lines 42-43); and 

a bit slicer coding ("bit-sliced arithmetic coding portion 170", column 8, line 18) 
and truncating the quantized difference (""bitstreams of lower bitrate", column 8, line 
39). 

However PARK does not disclose a bit shifter. 

In the same field of scalable coding, CHEN teaches a bit shifter shifting the 
quantized data In the sub-bands ("perform bitplane shifting of frequency domain 
coefficients", column 6, lines, 36-37) by the respective scale factors ("shifting factors are 
determined solely as a function of the base layer", column 7, lines 30-31, where "the 
shifting factor acts similarly to the quantization step size used in the base layer", column 
7, lines 49-50) If they exceed a threshold value ("by identifying blocks or macroblocks 
that have ... high quantization errors, and the like", column 6, lines 60-62). 

Therefore, it would have been obvious to a person of ordinary skill in the art at 
the time the invention was made to use the bit shifting method of CHEN with the 
scalable coding method of PARK in order to give important parts of the signal "higher 
priority in the encoding process" (CHEN, column 2, lines 65-66) which improves the 
signal's quality (see CHEN, column 7, lines 4 and PARK, column 12, line 65). 
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47. Regarding claim 37, PARK further teaches a quantizer quantizing the processed 
audio signals ("quantizing portion 160 scalar-quantizes the frequency signals of each 
band", column 7, lines 65-66). 

48. Regarding claim 38, PARK further teaches: 

a quantizer quantizing the processed audio signals ("quantizing portion 160 
scalar-quantizes the frequency signals of each band", column 7, lines 65-66); 

a de-quantizer de-quantizing the processed audio signals ("inverse quantizing 
portion 320 restores the decoded scale factor and quantized data into signals having 
the original magnitudes", column 9, lines 21-23); and 

a subtracter taking a difference between the quantized audio signals and the de- 
quantized audio signals ("difference between the predicted value and the actual 
frequency component is quantized and coded", column 7, lines 47-49). 

49. Regarding claim 39, PARK further teaches that the processor is implemented in 
an additive fine granularity scalability structure ("fine granule scalability can be 
implemented", column 12, line 65). 

50. Regarding claim 40, PARK further teaches that the processor is implemented in 
MPEG-4 bit slice arithmetic coding ("bit-sliced arithmetic coding technique", column 6, 
lines 54-55). 
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Conclusion 



51 . The prior art made of record and not relied upon Is considered pertinent to 
applicant's disclosure. A list of the pertinent prior art can be found on the included form 
PTO-892. 

Any inquiry concerning this communication or earlier communications from the 
examiner should be directed to Joel Stoffregen whose telephone number is (571) 270- 
1454. The examiner can normally be reached on Monday - Friday, 9:00 a.m. - 6:30 
p.m.. 

If attempts to reach the examiner by telephone are unsuccessful, the examiner's 
supervisor, Patrick Edouard can be reached on (571) 272-7603. The fax phone number 
for the organization where this application or proceeding is assigned is 571-273-8300. 

Information regarding the status of an application may be obtained from the 
Patent Application Information Retrieval (PAIR) system. Status information for 
published applications may be obtained from either Private PAIR or Public PAIR. 
Status information for unpublished applications is available through Private PAIR only. 
For more information about the PAIR system, see http://pair-direct.uspto.gov. Should 
you have questions on access to the Private PAIR system, contact the Electronic 
Business Center (BBC) at 866-217-9197 (toll-free). If you would like assistance from a 
USPTO Customer Service Representative or access to the automated Information 
system, call 800-786-9199 (IN USA OR CANADA) or 571-272-1000. 
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